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ABSTRACT

In this work, adaptive feedback control was implemented for the noise
cancellation from multiple primary sources. This system contains TMS320C50 DSP
board, which is the controller using FIR and adaptive FXLMS algorithm to generate
acoustic signal (Secondary Noise). Frequency and amplitude of the generated acoustic
signal are equal to those of primary noise but the phase is different to 180°.

Noise wave cancellation was investigated in the frequency range from 100 Hz to
1000 Hz in the acoustic room 1.5 x 3.0 x 1.5 m’ in dimension. Primary noise sources
contain 2, 3 and 4 locations while secondary source was located in one position. The
experiment results show that the distances between the secondary source and
microphone at 20 and 30 cm. gave the highest noise cancellation . In addition, the

cancellation of noise at low frequencies was higher than that at high frequencies.
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dyanusuniunuuaie q uag S ouisuanus lumssiiadygiusuniudioms

o

nasuaimsiiees z ves Algorithm 1umﬁ‘vmamu"lﬂnﬂmwuaﬂmmmsLﬂaﬂuﬁmmm
AD W19 2 31 vua 12 bit ua:qﬂﬂsmﬂmﬂﬁuuﬁ'mmummﬂ DIA 1 %1 ¥179 12 bit

2 a < v g o o A o
Hauanuslumsuasdeya 8 us °lum§wﬂamuumﬂﬂmu2 aNHUTAD Ty s

[ [

[ Jd 4 §
(Fyrou lsinaudagh 100 Hz) gnsunIudlodyaia », Aildwy aunm‘ﬂmmmwmum

[ 1

ANA 10 Hz 63 1 kHz wamsnaaoanuNanasuvesdyanusuniugnanlsuialda wa

o o

(3

a I'd " o A oA d? o Y
VDIWINUADT 1 VB Algorithm LUy LMS wWuNvues y2i Nﬂ“WM“IJu‘DZ‘VTﬂWaﬂﬁﬂJiUU'Im

g 4? 1 o Y @ ' 1 Ao
TUNIUIIVU uwﬂwmsﬂsmﬁnumﬁm"lmmq ANANgA (Optimum working point)

d

wwgiand nasudiar uazame (11 1Ay Imsmuquidossuniuiafeuy

Q

b4
Qv A

Active dansunuddeil lddnuimsaaieslune Tasiigunssinisnanes Ao yadszudana
DSP {1 TMS320C32 luTasTuu 2 &1 yavie &1 Twanileg wazindeveodyain Tnold
33 VUV Feedforward Control 1annN13ve3 FIR 1ag Algorithm #UVY LMS Leaky-LMS wWa
MINAIND A INTaAAITEITUNIUAALE 300 Hz 1dqeqn 28 dB wazwuiiszuy
Leaky-LMS aw1sntlesiunisiia Overflow Mda9InM1a1uszozuIu uaznanisanideos

TndiRsariy LMS



o
UNN 3

NOHINITAILANLRELLIL ANC

N19ATUANIALNILLL ANC Lﬁaﬁmsmmu‘iﬂsm%qmsmuaummsmtmmmﬂu
2 UL A8 Feedback ANC waz Feedforward ANC 341 2 Tasaainaldudnniseeanisnses
Arycyrumamaa (Digital Filter) éi'\m‘*umsmmﬁngcmm*?'ll'l‘ﬁﬁi’]ﬁuﬂix%w%rlunﬂsﬂ?uLﬂgﬂu
FyoyruiFanda Adaptive Fiter [9] TnefiAnzesdasnannd uazAaNURnrRedty AL

wWanuwlasauetfuAdnlsz@nsaes Adaptive Filter uazdtyyrouarunsodiusaiesly

v 1 1
=2 ] B

wuuanluiRlagaziuetiu Adaptive Algorithm Wu ] Wasanadudsailuaduiiiaiule

-«
a v o

vAdusransuda daauey

o

satiulsz@naninlunisdiuasudyyinuenainaz et
o =3 IS ] o 1 aa =2 Yo
AUAMNTIAET waziAnusutr lunIsszaana nsUssunanadauszuuAanasasléiu

a o o a o d” v =) 13 aa ]
AMNTEN AnfuaudssilaAnmandasuuy ANC Taaldnislssunanauuudanss ws
Weasanndyyrandaaiudygyineuiden suluardesldsudyuindeeluiiy
doyyrunameaneu uaindyyrunanaanlalilszutanalaald Digital  Signal
Processing (DSP) antiuwindyeyruianeailiilasuiludyyineuifeniieialyl

o

wndadessunou TaevinlUugiunisuszunalasssuufaneaaiunsauaaslugii 3.1

antialias filter reconstruction filter
Analog | Digial L~} pac
Filter ADC Processing [~
e e s R
Analog Filtered Digitized Digitized SiH Analog
Input Analog Input Output Analog Output
Input Output

P aa -1
3U% 3.1 szuudszunadoyaaiuuuRaneaiugu [10]

a

A1n3U7 3.1 wudnaziiawseniames (Analog Filter) aasdau Taadauntinnausing

v '
o

ﬁﬂnmmmﬁ'lﬁagilumqﬁﬁmmiﬂ?:mmvﬁﬁudﬂngnLﬂﬁﬂuﬁmmwmmn@mﬁ@mﬂu
Aamaa (Analog to Digital Converter (ADC)) dausu@eniainasuasanuated Sharp
Transition m@qnﬂSLﬂgﬂuﬁmrywmmna%mmﬂuﬁngzywm@mﬁﬂn(Digital to  Analog
Converter (DAC)) mngﬂ‘?‘i 3.1 szuumsﬂszmamﬁmn&mma%m@aﬁugmﬁﬁm@eﬂumm

789 TMS320C50 F4318aLideiA189Uasa TMS320C50 axnana i luuny 4.



3.1 AANTRIATYINUBLLAARNDA (Digital Filter)
c’/ o aa = o .3 o l: o o
Tﬂtl“/l’ﬂﬂﬂ'lﬂ?’ENLI.LI'LIﬂQﬁﬂﬂNﬂQﬂﬂfxﬂﬂUWU§Wquu nIuan  (Adder) nIA N

(Multiplier) uazianuag (Delay) Fadtydnmain 3 sagansouanslalugii 3.2

Multiplier Delay of | unit of time
x(n) k kx(n) xL, z —x(n-_li

(a) (b)

Adder/accumulator

x(n) N @ . x(m)rw(n)
Iw(n)

(c)

d o 1 :’/ i o aa o o '
317 3.2 avmlsznauiugnuis 3 Ildlusinsesuuunanes (a) fens (b) Fmiag use (o)

AIUIN

ey lufnsaiuunanaautiveanlsd 2 atia Aa
1. FANTBNAAAAALLYL IR (Infinite Impulse Response Filter)

2. AINTBIAAMDALLLU FIR (Finite Impulse Response Filter)

3.1.1 AANTRIRANARLUL IR

Warifudaleu (Transfer Function) 189fansasuty IR amisoideulug

ann1salusal

INANNITN 3.1 aursnsNITsulnildannissialyil

=} =2 -N
by+bz" +b,z2" +...+ b,z

M

(3.2)

H(z) = 5 = -
L4z +ls2 Fu.tad, 2



NaNN19 3.2 Wedtyeyns input Ae X (z) wardeyaynns output Aa ¥(z) Inaiinaridy
dnelaudn H(z)azls

Y(z)=H(2)X(2)

=1 =2 -N
by +bz" +byz” +...+b,z

-M

Y(z)=

-1 i X(2) (3.3)
l+az" +a,z”" +..+a,z

A naunsi 3.3 i ludnmenIvl uazidiaulugiaunis Difference Equation [10] azld

N M
y(n) =Y bx(n—k)=> a,y(n—k) (3.4)
k=0 k=1

ANaNn13N 3.4 A1 a, uaz b, Ae Arsaudsaesilafiu Taaialudn g, uaz b, Azl Time-
varying Baunusaedyanund a, (n)uazb, (n) 1aef y(n) War x(n) ABAN output WAZAN
input 2a9NeATIAT 7 ANRYAD TuszuLaes IR Azl Pole M ldddanAe a1u1s0 il
[J a va d‘ [ a [ % [ n=: o :l/ o E% »d" d‘ a
wuuaaesrzuuailinlaeilisdesfiAduiuiige dauilildnuilunindau uas
Uszudaanlunistdsznaans wideidene ssuuiilentaliaiosladinisususalua

'
Na o [ o

Tasamzlunsdindoy oy dnidryyrnsunaugs [11]

3.1.2 AINTDIRANDALUL FIR

AANseIRARBALLL FIR H3tuuuannisiasalyil

N-1
y(n) =Y h(k)x(n-k) (3.5)
k=0

o

nannei 3.5 adauegluglaas (Z-domain) ladail

¥(z) = h(k)x(z)z™ (3.6)
k=0
AauNandunns lauae

H(z)= Nih(k)z'* (3.7)
k=0
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{INANNIT 3.6 WAL 3.7 mmsm’ﬂ'ﬂuﬂumﬂﬁﬁﬁ
¥(2) = h(0)x(z) + h(D)x(2)Z™" + h(Q)x(2)Z* +...+ h(k)x(z)Z™*  (3.8)

ANgun1si 3.5 waz 3.8 Taevinludwiuaunis FIR lunismaumundesaz@ouerlug

ann1seasa il

y(n)= Z—:w,x(n—l) (3.9)

h(k)=w,,l=kuaz L=N

Tt L Aednarsuassileidudialau daww, Aerrdauls weights 1eeilardutnelou

Wathaudauilulaseaie lsanwselil (xa, = w,)

Output signal, v[ ]

4, BT

| yin]

d o e
719 3.3 InseaiaressansamnaneauuL FIR [10)]
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FansasRARaalLy FIR Aaawlufqngeas Nonrecursive iasanlufinnstlaunavuainniegnu
n:l‘ o a o o .:
output WBNANUFINTBILUL FIR N AtuaNTRAIY
v v, A a o o
-aunznaialadeiadiauiusianseuuy IR
-FudszAnsniinannnisatua At liifunilann Ianunsoase wasnnanulas
VUFILTENIRRALLLANANENAIN (Fixed Point)

-fansesRanaauLL FIR aziiaduiatiasn1muiuewiieainil Pole atfiqaniila

(Origin) UugsUU Z

3.2 2anasny (Algorithm)
o o a o a’l’ v o aa [=1 o -ﬁ. o
dmiuanidatiazlimnsesfanesuuy FIR usaacuan asandalszunana
1 TMS320C50 \flunu Fixed Point A1na@xn1s#l 3.9 A1999 w, 999sruUALANAzTinTg
dfusiaieald Aainliiszuumruauiinisuiusald Taelddyqyraiann Error  Microphone
(e(n)) (luguh 3.4) MRaaninanaiuszuinedtyrurauann Primary Noise AU Secondary

Noise 81UFUAT w, atiesieiiiad iheanA18d e(n) Thuniign

3.2.1 Least-Mean-Square (LMS) Algorithm

n1sAruANIAENLLY ANC Taeld Algorithm WUy LMS @1unsnide el

Y o d”
1spall
Acoustic
Duct
) x(n) Unknown d(n) + e(n)
Input Microphone L System P(z) —>» Error Microphone
e s e e e
| ANC Controller |
| e(n)
! > W(2) }
| I
| A ]
| |
| |
| > LMS <+—i
| [
| |
U i e 5, S J

19 3.4 unuansaadeslaeld Aigorithm wuy LMS

Anann1sh 3.9 amnsadsuldegluglseanninesiaaldy i x(x) i input

vector faan 71 7 uaz w(n) ({u weight vector Maan 71 7 lédaaunissialiil
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x(n) =[x(n) x(n-1 - x(n-L+DJ

wn)=[w,(n) wm) - w_ ]

INANN19N 3.9 Az s

y(n)=w" (m)x(n) = x" (nyw(n) (3.10)

Tnevialen y(n) ifludyeuaniaes Secondary Noise  daufn  d(n) iudeyayrouann

Primary Noise ALT1264N170 A @8N A1y

e(n) =d(n)— y(n)

. (3.11)
=d(n)—-w' (n)x(n)

a o Aaa A, A4 A,y A R
AMNANNITN 3.11 ﬂ’\?@ﬂl@ﬂ\?ﬂ@ﬂ@ﬂLNﬂﬂ’]“ﬂ@\? e(n) :'O‘Wﬁ"ﬂuﬂ']u‘ﬂﬂ'ﬂ@ﬂ LL[ﬂﬂ']l“ﬂ’]

¢ (n) Al dastianadluan Tnesnuuald E(n) = e* (n) atslafimuluniadusien &(n)

thianusauldase Audusesldrrdszunn (&) Wasndunisincuwuudiusaag

=l

' d‘l o :’, ' all dlddl
ABLUBY AeUATLTTNIMIRY £(n) MR n NaNgAAD

E(n) = &2 (n) (3.12)

WaZANNUANNITUFuRMATLLLY Steepest Descent [12] azls

wn+1) = w(n)—%Vg‘ (3.13)

Tmef 1 1fu Convergence factor %3@ Step size Waia® 2 Nu1sluaunisifiuies

o £ %

nslddnuninelinsdnsqaineglugiseanising

q

AnaNnsH 3.12 V &(n) = 2[Ve(n) k(n)

ilaean e(n) =d(n)—w' (n)x(n) AN

Ve(n) = —x(n) (3.14)
M

V E(n) = —2x(n)e(n) (3.15)
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WaNn1g 3.15 wnuluaunis 3.13 16
w(n+1)=w(n)+ ux(n)e(n) (3.16)
3.2.2 Filtered-X Least-Mean-Square (FXLMS) Algorithm

FXLMS & Algorithm A&18fU LMS uakANAN9H FXLMS 11 Algorithm #

#A1704149u199 Secondary Path idsnsiny Aslugusialyil

A(2)

W owe P s

0>
&

A

> LMS

917 3.5 unufan19an@EauLL Algorithm WUL FXLMS

[ %

dl o d‘ A o v v d"
Qqﬂgﬂ‘ﬂ 3.5 cynpm‘wmaﬂmnmwnmqmmmmimmu

e(n)=d(n)-y'(n)
=d(n)—s(n)* y(n) (3.17)
=d(n)—s(n)*[w' (n)x(n)]

{ae s(n) 11u Impulse Response 9849 Secondary Path (S(z)) AT 7 dAULATRINNNE *

?‘Va Linear Convolution
AINANNITN 3.17 WAZANNITN 3.14 als

Ve(n) = —s(n) * x(n) = —=x'(n) (3.18)
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Wed x'(n) =[x'(n) x'(n=1) - x'(n-L+D] uaz x'(n) = s(n) * x(n)

ANAUTEN

Y &(n) = 2[Ve(n)k(n)

P1ANN19N 3.18 unuA luannisdnauuls

V &(n) = —2x'(n)e(n) (3.19)

ANUANNTUFUAIAMLL Steepest Descent (81N159 3.13)

w(n+1)= w(n)—%Vf
Y1ANN19N 3.19 unuAaz s

w(n+1)=w(n)+ ux'(n)e(n)

a

lunnedjidntsanidesuuy ANC 69 S(z) linsuan uazazsiasaunfsunnlaald

Adaptive Filter lugilaas S(z) Faannsomldlaaldaunssioliil
x'(n) = §(n) * x(n) (3.20)
Tmﬂ‘?i §(n) \{lu Estimated Impulse 994 Secondary —Path Filter
ANgUULY FXLMS Algorithm i1azpaediandudnalenaas S(z) 4miuisnismimiaes

S(z) Tuuideiildas Off-line Modeling Tearunsadszaunnianaes S(z) (4 adaptive filter

1835(z) ) 1935 White noise lusatlszanndndauanslugisialiil



Pre-
Amplifier

1

Anti-Aliasing
Filter

1

A/D

Power
Amplifier
Low Pass
Filter
D/A
SRt BRI iR R
White Noise
x(n) Generator
A
™ s@
> LMS

gﬂﬁ 3.6 NIMA1189 S(z) Ine 1433 Off-line Modeling

ANgUT 3.6 ansnsamAn S(z) 1éeall

1. AWM White noise 1ag) DSP

|  pError Microphone

5(2)

DSP
System

15

2. Tasdynyrouiiiaann DSP v ldiAadssuazdudyuniae lulasing ¥ lils

Aououns d(n)

3. antuld Adaptive Filter

(a) TaaAmuiumnan y(n) laeld Adaptive Filter flagannng

Toe § (n) Juduilsr@ndnisszunnidires S(z) Maan n

Yo =Y 5, (mx(n—1)
=0

(b) ANUIUNIAN Error signal (e(n) )

e(n) =d(n) - y(n)
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(c) UiuAndudsyavalmilneld LMS Algorithm

§,(n+1) = 5,(n) + pc(n—1e(n)

4. aniduludunaui 1. ud uazinnudnaudaes S(z) Havaunaiign tuAac

e(n) HATpENgA

3.3 meauAN@ssnuutlaulydnenin (Feedforward Control)
nzauAnTnedailoulldnemi Thidsnlienldiustraunivanalunsaupuides

sunau azbinsaadeiia uazszuullanuatuniiasandyogugnedand dalugli

3.7

Noise Source

&(n) \~ Error Microphone

Input Microphone
y(n)

o ANC
Controller

x(n)

U7 3.7 meamiealanldinisaruAuuLL Broadband Feedforward Control

Taeialuidaasuniuanuisautiaeanitly 2 43im Aa Broadband was Narrowband Noise 54

'
a o [l

Broadband Noise AAaINWUaINIHAEEaN Ina9udeeliasy faeg1ady W@e9ann
4 a o a " a Ao o
sy l@eeannnissiide daulugjaziinainian o dawdeesunauunuy Narowband
Noise  wuaan I ilalduaaz linaaaude warauiAef faetnady Rueiiianann
d‘ e O s = i o = dl ¥ a v
\ATRNEUA AIUFUNITAALRENT8Y Broadband Noise seAuAtyU1ai@sangnadaazsias
WRLNEINAzE1989 UATHLEZIIAINBALT 1TBIATN Primary Noise azduwusiudoyoynos
8989 UaTa N1 lWNA91e dau Narrowband Noise (ludtyoynnuifissazinaiuiu
o :J/ o v a & 1 u‘/
aarudtyyrugnedeaslaifitymiaeialunisaauauuuy Feedforward Control @730

wiaaniilu 3 ‘nﬁmmuﬁnwm:mm@ﬁ’mmmu UATANTNUIARDN
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AN MZONINAIIANTT
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3.3.1 N19AUANLUL Broadband Feedforward ANC

mu'lmmﬂummw@uL'&'ﬂqluviﬂ*?imu’mmq WHIUIALAN BENTN NN9AA
Bealuviele@usnaus mngﬂ*?'i 3.7 Wudnd Yoy 0u@eafifeannsan x(n) (Primary Noise)
azgnaalueia ANC Controller Tae# x(n) 'T'I@:l’hﬂuﬁn;rmmﬁwﬁq @91 ANC Controller a
Mdyoynd x(n) a5 8yyrns y(n) WeduartnainlAa@aeitluwngns (Secondary
Noise) daunasinaf 180° wAazlAuawmileutudeafideanisan 491 Error Microphone
axindyeyroadesfimaeannnisindne e(n) Lm:ﬁcymﬁmﬁqxﬁ@uﬂuﬁmmmﬁﬁ@m%m
#9 ANC Controller az#afinnsuiudaiesld (Adaptive ) FamssusaldtinnannnisUius

199941 Yse@nT U Adaptive Filter

3.3.2 NITAILAN Narrowband Feedforward ANC

o

Hgduuuunudasegdy 3.8 Taw@uesunoudouiifeanisanniann

U

[l [l
<~ G

WHAIATA NITUYL UTBNITIARDUTBILATRIANT Falunsill Reference  Sensor azld

Tachometer %38 Optical Sensor

Noise Source .
/— Canceling Speaker

Primary
Noise
——
Nonacoustic \
Sensor 4 Error Microphone
. y(n) e(n)
Synchronization
Signal xm ANC
Generator o Controller 4

< 1%
319 3.8 nsanidesiagldn1saruAnuLL Narrowband Feedforward Control

3.3.3 N19AUAN Multiple-Channel ANC
andadead 3.3.1 waz 3.3.2 azifluniram@aauuy Single-Channel ANC
= a oA | a G o o A ay . a | daa o
Wasni@eaneg luvieniauiae1a wazlauialan Aeiuasanusddasluveliimbe s

nnsamdaasuniuasld Reference Sensor WeasaLAY2 3938091 Single-Channel ANC wél

lunsainsiaanisaa@avsuniuluvaiiaunalug vielues ideesuniuaziisdsrandudan

QU

v
o’

Falunsamdsslneld Reference Sensor WemaAtan N samasannlaann satiuaald

45879
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Multiple-reference  wazanTwaamdeaanuauuin inldealdszuy ANC wuy Multiple

\iui AaiuszuuiiasFanda Multiple-Channel ANC Aauanlugilf 3.9

"Enclosure ... T -l
| o) s ot |
| |
| |

i x2 2 4 2 |
|t o2 20152 weo- 2t |
l - . . I
| |
: Nonacoustic :
| SN | oK) 0 (s o™ |
| |
O (R S S |

x(n) Y(n)
ANC e(n)

Y
A

Controller

< = % \
7U% 3.9 Meanid@aslnalin1sAIuANLLL Multiple-channel ANC

3.4 NMFAIUANLALILULERUNAY (Feedback Control)
3BN19uLY Feedback ANC Hgnaanuuulag Olson uazaniz [13] Tnauuaadnu@a

wanslugusialaly

Error Loudspeaker
Microphone R

s
Primary

Noise Noise
Source

e(n) Feedback
ANC

< = o
719 3.10 nsandasiaalin1sAruANILL Feedback Control

v

a7n3U7 3.10 lulasTugnldidu Error Sensor wazmsaadudtyrnudsaisaanis

an tafdtytyrouann Error Sensor axgnasliéia ANC Controller waza¥1edoyeynnudeaidl

a A

n; o o =) dl v -3' o o vl
AND uarduldgawmiiauiuidassunaulaedoyyruinaisauazgnivlnuaning Taelid

U

'
a a o ¥ o o

N1sRNANNAeNLIlndtuanne dasialunisan@giuy Feedback Control % A®

|
o

arnnsoan@ulandaeannunanie wardygrudasdnedaldandyyr e sres
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. . 1 d' ﬂ‘ o o v ] L % i .
Primary Noise LLmLummnmm:wmmwnmq@mmmm:wﬂuﬁmmﬁm Primary Noise
a dl ] ° % 1 4 a ] ﬂll ° % a Il
Wantsuasuudasagaseanaiinlidynyrndoediedlidasiindszuuiianaaula

a ' [l < dll a o a all } % Y o 4 v =l
w@nes usstinlaimuilissainszuudiannsaindniandminliatunsoaFedyiandes
8198915 A WidiguuuAd ey Narrowband Feedforward Control fauaennldinnsan

o Vi ] ‘ﬁllﬂl v l: v d Gl & o (%
@eaannnsaninldludaeaannnndeauls uazszuuiiaouadasuiniu dufunis
Uszegndldinalia Feedback Control lun1samidessunaulay Olson aziin1sanideluy
W4 (Headphones) uaz Aatlaaiunisldtiu (Hearing Protector) AUl 3.10 avunsoidaw

wnudalazaaing analugisialys

+
y(n) j
Wz Stz) —

319 3.11 unudelasaaiianisand@eauuy Feedback Control

Angu7 3.11 dyeunnd d(n) iludtyyrouans Primary Noise #t3iaeu Error Sensor 1agiil
o [ d’ S o v dl o a: [%

Aty e(n) iudoyeyrauninaaannnisinanangninlag Error Sensor latdtyoynod
Secondary Noise y(n)gnaruanlaafandunielouses W(z) Taadeaddutialonsns
Secondary Path Aia S(z) lusan1ziauly Steady-State A184 Error Signal lugiaes z -

Transfer NA4ANNNHNITFNANNARAINITOTEIUALNT LA FIT

E(z)=D(z)-S(2)W (2)E(z) (3.21)
Angannisluy !
[1+SGW (2)]E(z) = D(2) (3.22)
130
__ D(@)
= o -

Al Close-Loop Transfer A
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1
Hz) =22 _ (3.24)
Dz) 1+S@W(2)
LL@:Lﬁ’ﬂﬁﬂuﬂi‘ﬂugﬂmm Autopower Spectra Az &
1
e @) (3.25)

(@) = 2 S
1+ S(0)W ()|

Tt S, (0)usz S, (o) 1lu Autopower Spectra 184 e(n) WAL d(n) AMNAIFU

'
a0 v o

ANANNST 3.25 A1T84 Sue(a))@:umuawqmﬁ@ﬁwm |1+S(a))W(co)|2 ﬁﬁhmnﬁ'qm
Fadyryrnuaes e(n)ﬁmLﬂu@uaTﬁﬁimﬁﬂm‘um S(@W () FAretus Fafunisandes
sunauazduialaresiniseanuuuliidaes W (w) Hawm Gain ngy 1 %qlumqﬂﬁiﬁﬁﬁ
16ienn mngﬂﬁ' 311 Fynos din) munzanfiasiwnldluansiandaaiiesann
Founnos d(n) Bnsuasuuainaanean ﬁaﬁuﬁqﬁamuuaﬁmmﬁm Primary  Noise
Ty waelidudtyyrouaneds x(n) Taeld Adaptive Filter (W (z2)) ﬁa&uﬁcg [0 Primary

Noise @1u15naurulAmatl
D(z) = E(z) + S(2)Y (2) (3.26)
anaunsiefdudialew  S(z)azgniszunudniag S(z) Muan1ddeiiaz 1435 Offline

Modeling Tviada 3.2.2) inlianansoanndadruunn d(n) 16 uasldilludnyynougneda

X(z)= D(z) = E(z) + S(2)Y(2) (3.27)

o

P - o Myoe 5
qqﬂgﬂﬂ 3.11 @’m’]?m'ﬂﬂmwumﬂﬂulﬂmu
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e(n)

- N
— ! W(z) Iy(—n)» 5(2)

A
S(2)

51U 3.12 uansanisannfiA e d(n) waz S(z)

U

Anann1sn 3.27 Ay d(n) uas S(z) aniuduyrundainsmeimuundamun ey

FXLMS Algorithm aariulusnddaiaald FXLMS Algorithm Tunnsaaidassalugilsielyil

d(n)
p. A
T wa P sa
3(2) - 8(2)
XV i LS |

dn) éj;___l

gﬂﬁ 3.13 unudalassaFranisamdaalaeld FXLMS Algorithm wu Feedback Control

n13aaL8uUL Feedback ANC Taglld FXLMS Algorithm anunsaidauaunisla@sail

x(n) =d(n) = e(n) - les y(n - m) (3.28)

m=0

H o/ _a 3| H ré’ Y o/ X
Tnendtyrynstneds x(n) Tudyurnidanmet 1 wasidonnn y(n) Saunnssail



L-1
y(n) = w,(n)x(n-1) (3.29)
1=0
Taefidussr@vaans FXLMS anunsouiusaldse

w,(n+1)=w,(n)+ wux'(n—1)e(n) (3.30)
Taeft 1=0,1,2..L -1

LA
M-1
x'(n)=Y 5,x(n—m) (3.31)
m=0

Fearldiiudyynueneds

nuaudalugii 3.13 Wathudnlud lduaudansmianulugiaedl

() =
X{n
- W s
S ra
» LMS

317 3.14 unurfaa Feedback ANC Fadnlifiguunimilensu Feedforward ANC

A1ng1 3.14 NG Error Signal @1usaA I telisell

E(z)=D(z)-S(2)Y(z2) (3.32)

Y(z)=W(z2)X(2)

(3.33)
= W(2)[E(z) + S(2)Y(2)]

22
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NANNIT 3.33 anunsaidienlnnls

[1-S(z)W ()Y (z) =W (2)E(z) (3.34)
azla
Y(z)= T AEE) (3.35)
1-S(z)W(2)

UNANNIT 3.35 wnuluannig 3.32

(3.36)

= Bh S(z){i@ﬂi}

1-S(z2)W(2)
ARANNIT 3.36 Tuu

[1 4SO ilE(z) - D(z)
1-S(2)W(z2)
D(z)
S(z)W (2)
1-S(W(2)

E(z)=

1+

(3.37)
_ D@)1-SEW(2)]
1+[S(2) - S()W (2)

81 S(z) = S(z) anannis 3.37 arldannissiall

E(z)=D(z)-S(z2)W(z)D(z) (3.38)

o

maturanduntaleutas Feedback Control a7n d(n) 14 e(n) @u1saA1uanslfmatl

_E(2)
" D(z)

H(z) =1-S()W(2) (3.39)

o a

\WaRansunannis 338 A1 E(z) = 0 1AilleA1983 S(2) (2) = 1 faiulunnadfiimas

ANNITONINTAALAENTUNIWLA
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Unn 4

al P
LATRAIHNR LL@z’ﬂqﬂﬂ‘iﬂﬂvuﬂ'\iW AR

4.1 gunsainldlumannaasnisanides

gunsniilflunsmasesan@edniuamidsotiuanslalugui 4.1

“D:] No.2 Acoustic Room No.4 D]_

Secondary Noise Microphone

1 e
——[(] No.l No.3 D]*

l I l
Amplifier Amplifier Pre-Amplifier
I I J
11
Tape Cassette | OI | Function Generator DSP-Board
Computer FFT-Analyzer

* No.1,2,3 and 4 is the primary noise

d o o i
319 4.1 unudegunsainldlunisanides

anglii 4.1 dsznaudesgunsal 2 dowu dowusniflugdnsaffiegludestlaaiudes

(Acoustic room) uazgunsaifietfuueniesileaiudes Tauanslusli 4.2 uaz 4.3

U



i

Computer : .
ki Pre-Amplifier Function Generator

Oscilloscope

i
I

519 4.2 guUnsainldlunnsamdasiag fiuuanieatlaaiudes

Primary Noise Source No.1

| Fiber Glass IT—>

ensor)

SR

urce No.3 |

T rrEm,

d

519 4.3 gunsainldluntsamdesiiagsiulutacdlasiudes
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anglit 4.1 qunsaffteyfrunentestiesfudszneudan Pre-Amplifier i1
wihfinenedoyeyrufidannann Microphone  Fuiflu@easunon wiandedryyraulida
TMS320C50 DSP-Board Wav FFT- Analyzer (ONO SOKKI §1 CF-350) Tmeidtyrynnuiden
azgniszuaans wazairadyqroudes Secondary  Noise  tael TMS320C50  uda
Foyryrnude Secondary Noise axgnaaliléis Amplifier (PHILIPS fndedu 70 $ms) tiie
281880y 10L& Secondary Noise AAL@8aTUNIU daunsaiassiseduideanaunis
WA WaenFansIindnaasdiies FFT-Analyzer &1wiultsunsunisanideeiasdeulag
14TUsunsu Notepad A Load Tdsunsuilidenlulés DSP-Board dufuundariniia
‘@essunaugna¥siulag Function Generator (AMREL/AMERICAN RELIANCE INC.) 3
Wirseaduiuindeefituindoeainieiesfuanis e ludeyeyroadesdiléann
Function Generator uaziAReat@wTuin @ iy uiniaunadn ﬁq&uﬁrya&mwﬁﬂﬁaﬁm
gnaenedtyynndlag Amplifier (PHILIPS indsdu 70 3ad) daugnsnfiiedluestiestu
\d@89 Usenausiag Dynamic Microphone 144l Error Sensor fianunsosadeslussay

L4

ANTNEING1 100-20000 Hz Taia1twasis 4 69 1T Primary Noise Source 214¥iyatias
Wd uazaning 1 sauflu Secondary Noise SourceaRAIUNLUIATINATITAY TaaTivag

Desiuideadiauianda 1.5 wWms g9 1.2 mg 819 3.0 wing yeaalaudanun 0.3 wms Live

a9 U ARENALTIaN LAZIALNILNIUANNNIEUAN

Qs 14
4.2 mMsussNlaNadIMLLUAAINAaLIas TMS320C50
nsUszunanadyyiumanes Taamnsalszgndldliaiunisandeslandssine q

AaNnanaNLAs Wasanidasafeuiiionnn AulunisAtuasing q lunisacupu

'
=1

Andusiaasnisg ﬁﬂ:‘&mzlﬁmmmmuQm:ﬁmﬁmlﬁ pin DSP-Board (TMS320C50) %
l‘iﬂmﬁu'f‘)f#?ﬂﬁl,ﬂuwmmsﬁmmmﬁwmiﬁﬁqamm@‘q@q uarnisaanuuuliiuunsiy
nMsinsuieatudesdasans u@nmnf':msﬁmuluﬂqqﬁuﬁmiﬂi:qnﬁ'ﬂ:ﬁ DSP-Board
TMS320C50 Tuknin 7 it

- szuulnsAwiil¥ane (Cellular/Cordless Telephone)

S i‘:uum?gﬂmﬁ‘d'muﬂﬂa (Personal Communication)

- szuuvaede (Multimedia)

- gunsadduanim@ar (Hard-Disk Drive)

- FTUUNNARATDN 71 (Other Telecommunication Applications)
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4.2.1 anwauzmalirasuasn TMS320C50

|
) ] o a

Uafa TMS320C50 uvasfanidanfatunanfalnasie Serial Port & miunig

P
d' o o/ '
N

1 Aa o/ o 1 A
doelunisuszunanadoyounieianes lnaldnwosidAtysssialalil (517 4.4)

MEUsENIBLATBY TMS320C50 N19714N AN 40 MHZ

- gwnsodensiefuseNfialneimng RS232 Serial Port

- \fhiniil PROM (Programmable ROM) 1110 32 Kbytes

- HRCA Jack NA9§IU 2 Wafisednfy TLC32040 Tan RCA Jack azifly
Atyey1ns Analog Input WAz Analog Output a1n TLC32040

- #Jack ua 2.1 wn. Aadrfuumnassns i (Power Supply)

- A9ATAAAAT 40 MHZ

v
%

- 11 TLC32040 Analog Interface Chip (AIC) Fafludn¥ia ADC uaz DAC 1u1A

14 Bit
Sy Plug your RS-232 cable into this socket (DB female)
Analog interface |42 e e G
circuit e \=/ fa. LN
........ — 3 i %
REE w =
—= e o 1
Anzlog At £ T
Analog out | Y E L
’ % ST, = e (i ]
D =¢ == 1
/' o $riy
_ "".'-—-—.
AN ..’ PR
Power supply ~ @) / &)
connecter

PROM store kernel program

o

519 4.4 doulseneundAyaesuain TMS320C50 [14]

uafa TMS320C50 wanannil Hardware HUsransniwlumiogiszuosgauda
I [ dlal a a ' ' v 4‘ v
Ngadmunldsunsnnidsr@ninings uasdrasenisldaiu dedsenaudag Assembler,
Debugger Wa¥ Loader TMIN1sUssnaanauuy Real Time Tagifia Assembler HpnN9a1N
Assembler 4 7 1 Aeazlignaielaatiau Linker ta usiazld Absolute Addressing lu

Assembly ialsiansalugiln 4.5
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g7 4.5 unudannsa¥atilsunsalanld DSK Code [14]

mngﬂ’?i 45 (il Comply TUsunsu Source Code fdsutuun Wsunsud Comply
Gov¥esudaazi/aouain asm £ dsk AntuaInnsn Load lsunsy dsk g
TMS320C50 1etaeldTlsunsy Loader

wAd LA Ta N euAndennadndalaianunsn Comply lsanntdsunss
Freuu 1ileeannnis@auazansituiilu TMS320C50 Tasutiveenifludon  tasldand
sect WAY .bes [5] FathuAal4aznng Comply Taaldlsunsy TMS320CT1X/2X/5X @4
Usznausanldsunsu Assembler Debugger uarlsunsy Linker 1ag Source Code azgn
Comply Taailtlsunsa Assembler Debugger d2uN13989N R AN IAZ TSN Linker

AalugL 4.6



seeve s

Macro
Source
Fies

erevea’

Archiver

Assambier
Source

sevese
PR

Macro
Library

se s e

r
|

|

|

|

|

I

: C Compiler
|

|

|

|

|

L

) 4

.
. Assembler
*  Source

Library-3uilo
U'l oy

A 4

| * exscutable o
v T | coFF
. Fils .
Hox Corversion : o
Utility
v

PROM Cross-Referenc
Wrammel’ (A:n:ol’.!\e Lister | ister

)

Ranime. s
Supporl
Library

TMB320C1x
ThS32DC2x
TMS3I20C7xx
4532005

A

719 4.6 unudanisaialusunsuldan [15]

AngUN 4.6 38119 Comply uaz Load Tsunsu TaeldTilsunsu TMS320C1 X/2X/5X Heail

L s

»

wn1s Save MsunsulviagTugyl txt vse .asm

N1n13 Comply 1aaldA189 C:> dspa V50 xxx.txt (.asm)

TMS320C2x/C2xx/C5xx only

l
|
!
I
I
|
|
|
|
|
{
|
|

Dsbugging
Tocis

[

Tsunsuiiinunis Comply azgni@suann .txt (.asm) 1l COFF Object Files

Tugt) obj

AINUUNINAT Link TUsunsy .obj AulUsunsu Linker Command File (Tsunsu

NN19dauansuily EPROMs) TaaldA1ds C:> dspink —VO yyy.txt

TUsunsuiiianinis Link @aufasuanazlalisunsy out a1ndunin1g  Load

Tsunsununiuge Starter Kit IaalfA1ds C:>Dsk5l zzz.out
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AN3an19419uu Tsunsui@euluanuddeitson i 2 dou Tnadauusmiduldsunsunisan
\@29UUY Feedback FXLMS Algorithm Tusunsudaunaeaiullsunsuiiassiud uaziden

o o o
Tsunsugdauusniudounaasdngng seuamsluntanuan n.

4.2.2 AENLIAYBI TMS320C50
- ihumisstszunanafifiszAnnngaiia 50 MIPS (Million Instructions
Per Second)
- AndeduAaNNIneftinu RS232 nsfudidayaauin 16 Teaue
- anuialunnstsznanagaiia 40 ns sin 1 Ada
- f7 Multiplier 813190%1N19AMLY Multiply and Accumulate (MAC) ‘I

NAANSTIUNA 32 TR taluArdaiien

4.2.3 AANLTRUDI TLC320C40
“fludnasasiiiliia ADC waz DAC 1w 14 bit Tmﬂmu'}ml"’ﬁmu?{ﬁmm@u
AR 19,000 sample/second
-AsuUaIdtuuIua8e ADC LAY DAC azfluuun Synchronous Wag
Asynchronous
-H Input Filter WAz Output Filter \Watlaafuniaii antialiasing uag

Reconstruction tagnisiaen Capacitor
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unn 5

A5nN15NARRY Lazn1stAgUlUSUNTNNISAA LAY

5.1 AENANDI

5.1.1 Anunsaniiaelaaiunaaninl@e9suniauds1937n Function

Generator

’lumuﬁq"ﬂﬁtmmﬁ’]Lﬁmammmu@:gﬂa?ﬁqmn Function Generator TaaiAnm
AT 100 Hz B9 1000 Hz TneldWaridu Sweep uaziunaarnfinides 2, 3 uaza
WHEN TmﬂﬁLma'qr°nLﬁmLﬁmﬁan@i'}quﬁguﬁmﬂmﬁmﬁm%ﬁ (ﬁ"otmmlugﬂﬁ 4.3) g
FEnnmaaesannsauseen EFil

1. ANMIBNENATDITZAZUNTENINN Secondary Noise Source i1l Microphone Th

ABNITAALAENTLNIN

2. Anws@nsniwnsamAsasunauiiAIntsing < lugas 100-1000 Hz

5.1.2 ANBIN1FaALAL9RINLATRIUTURNNA
TuauddstiuananAnunaaniiaidssunau Taaad19ann Function Generator
% o ¥ 1 o a = ndl a tﬂl o d‘ dl o =
uaagalaAn I nuuaIn Il ALINAAaINATal Ua N A Taan NIl uaN NN AT
1u1alunvinlildaruisounldldludesnaaelsd aevian1sduiinidesafiiinann
P & Iy v & o P , 6 a o ¥ ° .
wraslfuannialasldmiiunndes iadluunaanTa@e9sunounanue 4 Aunus tae
Tuanuddetiasiiunni@earinaannaTeslsuen1Alssunms 10 cm 2usR D aNaaNTe

wAraaliuannialuseiu Low, Medium uag High

5.2 Aanaslaulilsunsunisaniiesiangld FXLMS Algorithm &1y
TMS320C50

anunit 3 1dnaafegluuunisamdssuuy Feedback ANC  Tanld FXLMS
Algorithm Faanansautiveaniflu 2 dau dauusnite nswiefdudnelenaes S(z)dagn
Uszunudnlag S(z)1neAs off-line  Modeling %ummlfﬂugﬂﬁ' 36 daufineaiiudon
ALAN WA (gl 3.13) B93annssing 7 ANMNITAUAAIAIAUNI ST T sUn s
sastelui]

5.2.1 n1511A1 S(2)

1.87uA1 108 AIC WazaLA1sL AlC-offset saNNI9Aa L
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d(n) = DRR(input signal) - offset

2. AUIUNNAT d(n) uasiiuAdalUANIa N White Noise  (x(n)) 8911
Output 184 AIC iWadalu# Secondary Source

3.11A1983 x(n) Convolution AU §(n)

L-|
y(m) =2 5 (mx(n-1)
/=0
4.ANUIMWIAN Error signal

e(n) =d(n) - y(n)
5.15uAdnszans ludlaeld LMS Algorithm

§(n+1)=$,(n) + pex(n—1e(n)
5.2.2 AIUATLAN UATNITHNAN

1. g1uA1lag AIC WATAUANAAE AlC-offset Aaann1sralyt

dA(n) = DRR - offset
2. NNIAMIIMIAT y(n) AINANNTH 3.29 uazasdyayasluindng

Yy =3 w(m)x(n-1)

34589900 d(n) = x(n) W lUAMIMMIAY X' (1) ANANNIT 3.31

M-Il
x'(n) = Z§mx(n —m)
m=0
i R M-I 3
4.ANUIUUNANLBN x(n) = d(n) =e(n) — Zf,,,y(n — m)AINANNITN 3.28

m=0

TaeAuIniaINNIg Convolution 289 y(n) * §(n)

' g c; a o v o k4
ATUATAIN AIC NNARINNITUNAN (e(n)) LATAUNUANNITUINY

-
a

5NN UFUANLTEAND

w,(n+1)=w,(n)+ 1x'(n—1)e(n)

5.3 N6 UL5LNSN Assembler
Wasannnisasdeasuniuas Wi tuees FIR uaznisuiusialaeld LMS fetiunig

Weouldsunsuuanslusiatinasalui



FIR

Fatinannleulusunsy Assembler 194 Adaptive FIR [15]

MNANN1T FIR

Y@y = 3 b, (m)x(i— k)
k=0

N13UFUAY e(n) =d(n)— y(n)

b,(n+1)=b,(n)+ 1x(i —k)e(n)

X is newest data sample

Y is filter output

LASTAP is oldest data sample

ONE is constant one

BETA is adaptation constant ()

ERR is signal error

ERREF is error function

ZPR
LACC
MAR
LAR

RPT
MACD
APAC
SACH

NEG
LAR
ADD
SACH
DMOV

****Finite impulse response (FIR) 128 TAP *****

#1,14
*, AR3
ARS, #LASTAP

#127
COEFFP, *-

ARS3, #X
*, 15
ERR, 1

, register is cleared

; Load output rounding bit

; Point to oldest sample

; 128-tap FIR filter

; Store the filter output

v -y (n)

; Add the newest input sample

;err(n)=x(n)-vy(n)

; Include newest sample

33



ADAPT

LOOP

LT
MPY
PAC
ADD
SACH
LACC
SAMM
LAR
LAR

LT
MPY

RPTB

MPYA

SACH

RETD
APAC
SACH

ZALR

ZALR

“**LMS Adaptive of Filter Coefficients****

ERR
BETA

ONE, 14

ERRF, 1

#126

BRCR

AR2, #COEFFD
ARS3, #LASTAP + 1

ERRF
*-, AR2

LOOP-1

*, AR3
*-, AR2

*, AR3

cT=err

P = urerr

»errf (i) = beta * err (i)
; Round the results

: Save errf

; 127 coefficient to update in the loop
; Point to the coefficient

; Point to the data sample

P = u*err(i)* x(i—255)

s For1=0, 1 <=126, |++

; Load ACCH with b, (i)

P =0b, () + u*err(i)* x(i —255)
; Store b, (i +1)

; Finally update last coeff b, (i)
; Delayed return

s Acc = by (i) + p*err(i)* x(i — 255)

34
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NATIZR LAZHANITNARDY

TuanAse g Ansnnsanidarunauludestlesfudeeuuy Feedback ANC 14
Harfundinananfuuy FIR Tnefifaneiduuuy FXLMS Algorithm daufuideasunaugna¥iy
a7n Function Generator Tag14Wandu Sweep 1uda4 100 - 1000 Hz Faflumaaifiaides
FUNIFINNA 2, 3 UAT 4 AU AVFUUMEIR WD AENTUNIU 4 AU Hensaaaudns

1384 FFT Analysis A18170U804 143117 6.1

: ~. . dkHz
@ -65.42d8V

1
= v

o o o 1 . s -
gﬂ‘w 6.1 ’J‘:mJLzﬁﬂ\wumuwgnmﬂﬁlumn Function Generator hs99A91D 100 — 1000 Hz

ANt 6.1 wudnsziuAnesunauiaireiuann Function Generator a4 100 — 1000 Hz
nudANBeadsunuilAntuluaatlesiudeiiaaniigendn 1000 Hz eraiiiesanntu
vastlaefudseiunaainbadaarunouwianun 4 sk Tnausssuusainda@eesunouay
TAamdaerunaulugag 100 —1000 Hz wasin RN sUsNaBATaa @A NUMEIR AR

@9 A Ao utaedaesuniwianisilasuilas wasnn Iiidaesunouninaluieatloaiu

\ReaiiA M ngandn 1000 Hz Angui 6.1 1A D280 @ ETUNIUNZINIT 1000 Hz HITAULAes
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sunuAINdsEAUEBIsUNILlUEaeAAE 100 - 1000 Hz WaeanszAu@assunauiinond
49n31 1000 Hz finannndautesrdu@sesunauligag 100 ~1000 Hz fin1sunsnaenfuies
il nsneleundsnuresndu@esiinang 1000 Hz Wiflundsnuadudesifiannige
N91 1000 Hz uindwnurespdudesiifinannsunsnasnliaiunsadieloundaals 100
% A Wsedu@nesunauiianufigendn 1000 Hz fisziutiasndn 100 - 1000 Hz wsiiiesann
amAseiiAnmnisaadeesunauludes 100 1000 Hz fafulunisszmanaiieiinisan
@easunaunnlnanisnsea@assunoulviaglugae 100 - 1000 Hz iesanuedn TMS320C50
HmAnTaadty 1 nseeuan [16] ﬁqﬁumiﬁﬁmﬁmﬁgmdﬁ 1000 Hz As@mnsavinlel uazua

anmrani@assunaulagldiansesdyminsin TMS320C50 amnsouanslugui 6.2

< o o o i | . o
gﬂw 6.2 szALI@ETUNAUMAIN I IINATne RgraLYi1eT9 Secondary Noise Source Nu

Microphone il 20 cm

AMNIUR 6.2 WUITEALIAETUNIUAAIUMLL Microphone AZiiAN1TANAIAAENTLNIWANAY
TugaaArunlsznin 100 -1000 Hz 49uAINDLRAAEITUNIUNGINGY 1000 Hz laiifinns
ar 1% =1 [ % ?:/ < o v ' ' dl '

ﬂﬂﬂ'\\?L'&EN?‘LIﬂfluﬂ\?uuﬂq?ﬂﬂ‘lﬁ'\ﬂq?ﬂﬂLaﬁﬁﬁ“uﬂ')u‘luﬁflmﬂﬂ'ﬂ\lﬂ’qzﬂﬂ’]’lLﬂWW:ﬂ’]"lNﬂﬂlu‘ﬁ’]\‘i

100 — 1000 Hz W¥in1i
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' 1 n s . dﬂ '
6.1 NAUBITTESUIITENINY Secondary Noise Source N Microphone NNABNIS

ARLALITUNIU

[ v
al v

mmmamﬁq:’l’ﬁwmﬁﬁLﬁmLﬁma‘umuwgnm’]ﬁumn Function Tneunasniiiia
FOIUNIIMNA 2, 3 LAY 4 AWM uAsETrazinaTeg Secondary Noise Source fiu
Microphone iy 20, 30, 40 uaz 50 cm ieAnIAvENATRITTEZUN Secondary Noise
Source U Microphone Wazuwasifla@aaiinasalssAnsn1MN1IamAe F9HANINARDY

uamsluindasalls

6.1.1 NMTAMALIANBURINUUALALITUNIU 4 ALLUUS
AMFUA UMD IUNAIANTARENTY 4 AWMU ATRERRUMIYN 4 T893
3 o = ni d’ ° o 1o a :l/ o il A 5 .
vieatleaiudesdauanalugli 4.3 dmFuunasinfia@ewia 4 squmds Ae Primary Noise
Source No.1, No.2, No.3 waz No.4 Haaaddty yntuidennaun1sindainsasulinuindes FFT

Analysis atunsouansléilugl 6.3

. < - : o
319 6.3 szdu@asunaunewindrelugosarud 100-1000 Hz

An3U7 6.3 nwresstAu@assunauiiina nunasiniln@oesuniu 4 S #
WAAIAINLATEY FFT- Analyzer 0 InMUKANNIAALAUBITEY Microphone WU91 Microphone
AMNT0AaUAURTEALREN AR luteA Tl 100-200 Hz 1 ldfiseduidaegandn

AYNDEU ] UAAINDAINGT 100 Hz Microphone nauauasldlid duiuluinddeiiteanla
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] v 1
niram@ealugaeaand 100 - 1000 Hz lunisnaaaaiadatias IR umiaaee Microphone A
WAAZIRAUATLUUNTAY Secondary Noise Source MWARIT&TUNe 20, 30, 40 Waz 50 cm

o [ d‘ v ar ' o v = o ' o d; - o v
ANAY6L N TR AL@aasunaunawindissaudeeindu nan1maasdilienan19wnany

@ensunouansouanalalugsialyi

g I R

J:  138.8Hz | =24.44dBV

< o o o | ' . o
5UN 6.4 srau@ensunaunasnininanlnefiszazrineszudng Secondary Noise Source i

Microphone Winfiu (a) 20 cm 1as (b) 30 cm



< o o P % = ' ' v o
gﬂ‘ﬂ 6.5 72AUIABNTUNIUNAINIITN AN TALNTEa LU TEUGI Secondary Noise Source NiJ

Microphone infu (a) 40 cm Wax (b) 50 cm

39
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mngﬂﬁ 6.4 uaL 65 Wuduiieszazintes T Secondary Noise Source fiu
Microphone WL 20 uaz 30 cm ANAINIT0 TN TaA@ETUNILILE29AME 100 - 1000
Hz fiAnIndiAsaiu wiilesyasinares Secondary Noise Source Al Microphone §4n41 30
cm ANHANNI0lunsAARITUNILTBAY LATLENANNTT TEELINTEMINg Secondary Noise
Source 11U Microphone WL 50 cm nMandnaidesasllifintundasafinssfudeesuniy
udn mngﬂﬂ' 6.4 UAT 6.5 LiORA1TUININANIREIUNIUTAAMNE 130.0 Hz @1mTDuan.

Tum197497 6.1

< - a a | .
A15199 6.1 N19aA@EITUNIURAIND 130.0 Hz Tneisvezrinaaad Secondary Noise Source

U Microphone winfiu 20, 30, 40 was 50 cm

TLHLUNGBN Secondary | TrALLAENTUNIUADY | TEALIAENTLNIUUAY FeaTunaui
Noise Source fiu NIIUNANN NTUNANY a0 an 16
Microphone (cm) (dB) (dB) (dB)

20 -1.44 -21.01 19.57
30 -1.44 -21.41 19.97
40 -1.44 -11.01 9.57

50 -1.44 16.24 -17.68

AINA9T 6.1 W80 Secondary Noise Source fl Microphone HNaf®
Usg@Aninamnisindradselnefiszasinaes Secondary Noise Source fiU Microphone
WAL 20 waz 30 om srAumITnA@selndiRseiulsriini 20 dB iesravinenes
Secondary Noise Source 11 Microphone i1l 40 cm WUIINTAAAENTUNIULBLAY 1At
amnsnan@etsunaulissning 10 6B warifleszasinaeq Secondary Noise Source U
Microphone 1L 50 cm wuduanainldamdaesunaundasenn lissiui@eendu i u
Uszanns 18 dB flevannifieszuzyinenes Secondary Noise Source AN Az linduidesi
\imann Secondary Noise Source FLAUNININAIUAEsunawRan s asuutacld a1a
FAoflesnatnidessunauliunsnasafuaiu@essiauningn vnlinasesniudoefiu

'3 o

v a = o O P e v a = o o
wnanananisasuulas LJJ@LW@‘U@\W]@HL@BG‘V]H’]N']MH@WQLﬂﬂﬂ’]’iLﬂﬂﬂULLﬂﬂd’ﬂtV]’]‘lMﬂ’]ﬁ@m
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@aesuniwinbiesns wiallandud@safianisldsuudaunn 7 erainlfiAaniaiis uay

LATNTEAULABNTUNUIUAN

6.1.2 NFAALALIANUURAINILUALRBITUNIU 3 AU
AMFUA UMM IUUNAINNTAREITUNIUNS 3 RAUNLUY A8 Primary  Noise
Source No.1, No.2 uar No.3 WAIa&ryy1tui@eanaunisinanannsaasulaeiasas FFT

Analysis uanalugU" 6.6

PAR SP A han LIN  ikRz
67.5Hz . B: -16.85d8v

< v o ' o v \ -
gl]"/l 6.6 TJWULZQEN?‘]_IﬂQUﬂﬂHﬂ’]ﬁ‘Hﬂﬂ’]\ﬂU’ﬂ’)\?ﬂ'ﬂNﬂ 100 -1000 Hz

ANl 6.6 sEALFennaumIIndrareauMANTARETLINIY 3 A1 insady
Toeiesas FFI Analysis NANMULAREALILAUIRENABUNITTNAIURE 4 AuMde uATedy
@itz Auninga dmiunimeaasiaslirasrineed Secondary Noise Source 17U
Microphone winfiu 20, 30, 40 uaz 50 cm taelfRIUMLNT89 Microphone A9T dausI LML
283 Secondary Noise Source Az AEuIAIFINANIED FuiUNATeITEAL LALTUNIUNAY

NIMNANNNTTEZUNE8Y Secondary Noise Source fU Microphone lus=eizsing 7 uanalugy

selui



PHR :SP:  han
167.5Hz

. =37.78dBV

-39.19d8V

< o o a v v ' ' .
719 6.7 sziu@evsuniuiiiaainniaindlaafissuzineszudng Secondary Noise Source

U Microphone Winfiu (a) 20 cm was (b) 30 cm
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SRR oF ﬂ ‘ han L'“I‘i ¥
167.5Hz -~ W: . -33.75dBV

~S»ﬂ*han LI : ] : {kHz
167.5Hz B: -14.33dBV

(b)

< o i a o ' ' .
g‘ﬂ“/l 6.8 srAuIeNuNIuIiAIINNnaa lne s e L9 nIg Secondary Noise Source

U Microphone Winnu (a) 40 cm wae (b) 50 cm
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mngﬂﬁ 6.7 War 6.8 WUIITTBLUNIBN 5T Secondary Noise Source MU
Microphone Lﬁlu"ﬁ?u ANAINIT0 TUNTARIENTUNILAAAY UATRTTEZINT8Y Secondary
Noise Source MU Microphone WinfiL 20 war 30 cm ANATNITDILNITAAIAENTLNGU
IndiAsaiu uasiszasinasening Secondary Noise Source U Microphone Winfiu 50 cm

v

nsindad@esasliifin iy wistAu@easunouintiu angUii 6.7 uaz 6.8 iaRansuinis

ar

WNANURENTUNIUNAIIND 167.5 Hz au170uand lua1979 6.2

a i o ' "
A1919% 6.2 MIAARENTUNIUTAAINND 167.5 Hz Tnaliszasiinaaes Secondary Noise Source

U Microphone Wiy 20, 30, 40 Was 50 cm

Tr821 9104 Secondary | sedUBeNsunaunen | seAu@aesuniunds | @eesunaui
Noise Source il N1IWNANN NTUNAN ANT0an 16
Microphone (cm) (dB) (dB) (dB)

20 -16.85 -37.70 20.85
30 -16.85 -39.19 22.34
40 -16.85 -33.75 16.90
50 -16.85 -14.53 -2.32

AINANTNT 6.2 NUINTLEZUNTEY Secondary Noise Source MU Microphone Wiy
20 uaz 30 cm srAUNITINA1 @ lndiAseTussunns 20-22 dB Weszazinered Secondary
Noise Source il Microphone 1L 40 cm wudinisamidassuniutiesad Tnua usnan
@earunaulfssnnn 16.90 dB  waziilesasiiawes Secondary Noise Source i
Microphone Winifu 50 cm liannsnaa@easuniuld wassAu@easunauintuyszunm 2 32

dB Hasann1sunsnaandsadaiutiaten 6.1.1

6.1.3 NITAALALIANURINWLALRLITUNIU 2 AIUNUS
AUTFUATUMNTDIUUAINITALRENTUNIUNNG 2 AIUULS A8 Primary  Noise
Source No.1uar No.2 Har8dAtynInAENnaun19ind1ennaauinaiATes FFT Analysis

wanalugi 6.9
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< o a ! v v , -
E‘LIW 6.9 'J‘xmllLﬂENfl“l_lﬂ’)uﬂﬂunqi‘uﬂﬂq\j&tu‘ﬁQQﬂmuﬂ 100 -1000 Hz

INIUN 6.9 srALIABInaUNIIENAINTBIUIMAIRUTABENTUNY 2 ANUULY Fan9ady
TneATey FFT Analysis Hanwmuzadtaiusydui@enaunisindaudes 3 saumis urssay
=3 I o 0' ' o o dy v 1 . s
@EANTEALAINGT A mFuninaaasias Iissa e Secondary Noise Source nNu
Microphone i 20, 30, 40 uax 50 cm IaglWATUMLIT8Y Microphone A9 @9UA7 WM
289 Secondary Noise Source AZiLABUULUAIAINA1INILAY ANFUNATBITEAVIRENTUNIUNAY

N19WnAN9NTE8E1191949 Secondary Noise Source il Microphone Tuszaizsing  uanalugy

selui
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=39,51dBV -

= o o o a o p) \ ' .
g'lh’l 6.10 TAURENTUNIUIIAARINNITWNANTAEN TS U T UNTENIN Secondary Noise Source

U Microphone Winfil (a) 20 cm Waz (b) 30 cm
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(b)

< o | a o ' ' .
319 6.11 szau@essunauiiiasnnaindninefissazrinessudng Secondary Noise Source

U Microphone 11U (a) 40 cm was (b) 50 cm
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f«nngﬂ"/’i 6.10 WAz 6.11 WuiNTzaZIN18Y TtuiN Secondary Noise Source nu
Microphone i1 A213a1150 14N IAAAEATLNILAARS WiTisx N1 T8 Secondary
Noise Source MU Microphone 1L 20 war 30 cm ANANIT0luNTaA@BaTLNIU
IndRENiU uasRssas iz Secondary Noise Source U Microphone Winfiu 50 cm
nsvndradeeas ity wissdu@oesunaufing ANl 6.7 uar 6.8 tilefarsunnig

o

WNANURENTUNIUNAND 127.5 Hz 8 u1Tnuand lunngen 6.3

< ] = al ' X
A15199 6.3 N3aAIdETuNIURAND 127.5 Hz Tnefiszasinaues Secondary Noise Source

U Microphone Winfiu 20, 30, 40 WAz 50 cm

Tv82U9189 Secondary | svdu@asunounen | svduidaesuniunas | @eesuniui
Noise Source iU NNIWNAIN NIWNAS AT0nan la
Microphone (cm) (dB) (dB) (dB)

20 -20.10 -41.10 21.00
30 -20.10 -39.51 19.41
40 -20.10 -37.11 17.01
50 -20.10 -29.41 9.31

AINANINT 6.3 WLTZEZUNTEN Secondary Noise Source U Microphone iy
20 waz 30 cm sEAUNIITNA A Ind R uLszinn 20-21 dB (esrazinates Secondary
Noise Source ml Microphone WAL 40 WA= 50 cm WUIINITAAAENTUNIULIRLAY LAY
aunsnani@asuniulitszann 17.01 uay 9.31 AMNAI

anviadiad 6.1.1, 6.1.2 WAT 6.1.3 WUINTTULUNUDN Secondary Noise Source
Microphone fianinasianisindraideesunou Inailesyasinaes Secondary Noise Source
1 Microphone ANTUANEINN T NN TAMAETINIUAAAY §19TEUN T Secondary
Noise Source iU Microphone Anndiayalumisnd 6.1, 6.2 uar 6.3 AwWI0NAW
ANTNANNUSTEUINAUIUTBI AN LA TUNauAUA A N T TN s am B aesunawle

Aananalugii 6.12
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—%= 4 Primary Noise Source (130.0 Hz)

-5 3 -e- 3 Primary Noise Source (167.5 Hz)

Level of Noise Reduction (dB)
w

—— 2 Primary Noise Source (127.5 Hz)

20 +—r—r—rr-———r——rr——r———r———r
10 15 20 25 30 35 40 45 S0 55

S (ecm)

<l o o ' o = a; v v o [} .
g‘l.l‘/l 6.12 ANANAUS TENINTTALALNTUNIUNWNAN AUTTTUNN Secondary Noise Source

U Microphone (S)

mngﬂﬁ 6.12 AUIUUMAINUTARN 7] faondliviiuiesannsziu@aandanis
Wndnausazuwiaslugasana 100-200Hz (an@ensuniulddfign) arunsoan@aesunaulil
ity fefudadenaandluges 100-200 Hz ﬁmmmamL&’mmmuiﬁﬁﬂﬂﬁ@m Taei
A fln@ed 4 3 waz 2 AwniazAnmiiaang 130.0, 167.5 uaz 127.5 Hz Aud ey
AMTLIUIUUNAIR TR TUNIUFN flaszer 199 Secondary Noise Source taiuAday
15170 TUNIAIABITINILAAAY LATAZANAININIIBTZHZMNNGL 50 om Tszezving 50
cm diedwauunasindadeuiisiuamannsnlunandsssunauienas Wesanniiles
Suouunasnfindeegainliinisunsnaenaesadudeiiunn i liadudes Secondary
Noise imn ailasutasiage vlnaindra@eesuniwienas usfissazuinawini 20 cm
druauzesunasinflia@dsesunsuunulifinasanisandeesunou duiuiiszazvnanes
Secondary Noise Source iU Microphone WU 20 UaS 30 cm WLIINITAALRENTLNIUAN
waiufia@eediuausing ) luansneiu wasflsziunisanm@olnd@oaiy daiulunig

naaasideinllaz rzasvineans Secondary Noise Source il Microphone Winfiu 20 cm
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o A

6.2 HRURINITAALALITUNIUNAMN DA y
nanaaaetiduAnEIn1sani@89sunauann Function Generator 1aaAnH N1sam@e
TUNIUAAINDAIN 170.0 Hz ANDNGNT 410.0 Hz uazANDgeR 732.5 Hz aszduides

. v ® o e x oy
TUNIUNBUNIIUNAN uazudanisinauandlugsiellil

('
N
f§’ i

i, 1 i Jll mliu ”H

179 B z a ’ :’ -7.49dBEU

; A L1373
+ —29.02dBEY

< o i i ' v v o v v
319 6.13 szAL@EITUNINRAIND 170.0 Hz (a) fauNIIINE (b) naaNTndn



g e ssdst-:u

PRR SP B "han Ll Rtk
@38.8Hz - - ¥: -35,73dBEU

(b)

< o - = ! o I v v
39 6.14 szAL@ITUNIUTAINT 250.0 Hz (a) EUNITUNATN (b) MAINITWNAN
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PRR 5P B han LI T L
418.0Hz Vi -30.54dBEV.

(b)

< - ] i ) o o o
$UN 6.15 STALIRENTUNIUNAIIND 410.0 Hz (a) NAUNNIWNAY (b) UAIN1TWNAN
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gs -18.11d8EU

N e ki

< v o a i ! o o v v
g‘l_h’l 6.16 ?ZC”IULﬂﬂ\??UﬂQUV]ﬂrJ'\Na 732.5Hz (a) ﬂ'aummnﬁw (b) MAINITUNAN

_ kil

|
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3

L,

¥i  850.8Hz

T BLE B

SPE han CIN g
X: =8508.0Hz C oY - =285073dBEU

(b)

< o i i ) I o o
319 6.17 szALBeasUNIUAAING 850.0 Hz (a) nBUNIIWNANS (b) UAINTWNANY
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A1N3U 6.13 T 6.17 WudRANDA 7 aA1nsnan@asunauldandtfinnuiige Tng
NERAMNTLTENIL 100 - 200 Hz a1nnsnan@eesunaulitszanm 20 dB waziileringld

6.13 T4 3L 6.17 nuansANANRUTIE NI WANT LTz AL B AuanalugLf 6.18

0
—- before noise reduction
-10 7 -©- after noise reduction
-20
- d
= ]
]
-30 A1
-40
I e e T e e T —
0 200 400 600 800 1000
Hz

o

P o« ' P o o ¢ 0 & o
:J:'LI‘V] 6.18 ﬂmu?ﬁdwuﬁﬁ‘:w}’mWJ')NOHU?L’G\ULami‘umuimﬂumeﬂ’uummmi‘umu 4

AWMLY LAzisTasiNa89 Secondary Noise Source 11U Microphone iy 20 cm

A1ngU 6.18  #iA9ND 100-250 Hz  awnsnam@easunauligendnaanuiiau 1

= = o0 = - o gy A A o a 4 o

iWavanniiaduiaraziiauenadaugain iileaduidsuinnisunsnaen ilasasnaui
NETRT oot 2l g b

anmdaasuulashinnwinduiianuige . Aniunisan@eesunauuny Feedback ANC

Tl FXLMS  Algorithm  innzAun1san@eeiinainiing q dmfuunaeniiinidasann

4 o a o0 v oA - - <. v
1ATRININANDAN 7 lAun @enanniedeseus uasi@esan sy
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6.3 N5AMLABITUNIUAINLATRILIS LB NA
’lumuﬁﬁﬂﬁ@:ﬁnmmmmLaﬂwumu@’mLﬂ%qﬂ‘?ummﬂ wsitileaann
wieatfuemaiiauna g biansoddn i udeetleaiudedld Fafudaminnsiuiindas
anunasinfladaesananlagldmiuindes dmfuniaiuinideaeieslfueaniaasin
nstiuiinlukesUfuennAs sl Fussiunu§areainanii Low, Medium uay High lag
Tuiinideaineanniiead fuannAssanns 10 cm wan1saadaannieiesdiuenni uay

nseusuiuanlugsali

Lin

PRR SE B . han FET
161.28Hz f: -36.68dBV

(b)

= d o a o i ' o v o
51U 6.19 n13ani@asaniasastiuainAvunlaRaaui Low (a) AUNITWNANN (b) MAINI9

o

v
NN
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N: -19:3408V .

< = o a e P~ . ' o o
g‘lJ‘VI 6.20 mmmﬁmmnmeﬂiummmm:tﬂmwmuw Medium (a) NaUNITUNANY (b) a3

NIIUNANN
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< J o a o o ' v v . o
gﬂ‘w 6.21 ﬂ’]ﬁ"ﬂmLaﬂﬂ'ﬂ’]ﬂLﬂ%@Qﬂ?UﬂqﬂqﬂﬂmzLﬂﬂWﬂﬂNW High (a) NauN1TuNany (b) nasnIg

WNA
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N3t 6.20 fia 6.21 HiasnidssrunauaniAtesfua M ATiATNERY uazAIE
@eafluuuy Broadband  seiuidsaneunisindnanudninan s 100-300 Hz axil
T:ﬁmamqqﬁqm nsindnadeesunaunudnfinaing 100300 Hz  susiidlaRnanses
A3 ueNAT Low  sAUI@eesuniuanaclssunns 10-15 dB anusiidlawaantes
3BT Medium uaz High seaui@ensunauanatszunn 10-20 dB WTiA N AT

Y

n41 300 Hz an@elanias vidaluaunsnani@als



=
unw 7

#7UNANTNARDY WATUDLAUDLUY

7.1 d9Uuan1snaany

nsAnIamdesunauanunasninideananssinlnegds Feedback ANC lHuannis
AMIAAIARTULL FIR Las8aNa3aNULIL FXLMS Algorithm luaetlaafu@eeaunn 1.5x3.0x1.5
m’ Ineluiastlasiudeyloufietiesfudesainunasiu uaztleafunisfadeeasien
dusuluemddeiiundstnda@oeruniudfeii 2, 3 uar4 fumi Inen@aasunauaszgn
@¥19910 Function Generator uazanmiiiuinidevAiesfuaina ?ﬁqmminaqﬂuams
nanaafase L

1. NANITNARBINUINTEEZUNNTENINN Secondary Noise Source iU Microphone HuA
salsc@nsnawnisamdsvsunou Tnussasr1aseudng Secondary Noise  Source iU
Microphone fisd1 A2N@N10TMNIAAEENTLNILTREAY WAL TEEZNTEY Secondary
Noise Source fu Microphone W1 20 was 30 cm mmmamL?quumuiﬁﬁ%mﬂi:mm
20 dB WARsTE=1TD Secondary Noise Source il Microphone i1l 50 cm AYINATNATD
lun3amdessunausiiian

2. AFUATINTIBIUMA I UTARENTUNI U LA RTT N 104 Secondary Noise
Source iU Microphone 1L 40 Way 50 cm iiaduauuMasiIfa@eesunIuing
ANANNNTOUNNTAALRENTLINIUAAY LWAT Secondary Noise Source MU Microphone Wiy
20 uar 30 cm AuluIasunaInladeesunauiaNa i o lunisan@sssunoulndiae
i

3. nsamdsasunanlugaenanud 100-1000 Hz azlfuafiuanmnaiu IneRaaud 100-
250 Hz aunsoaaidessuniuldilszun 20 dB uazfinauiigandn 200 Hz aansnan@adly
171704 10-15 dB

4. A mFunisandeeannieietiue nas s iiTlawaay Low, Medium uas High
YU AN AANLASDILFUN AT Low a1un3naaldedld 10-15 dB uasii Medium uas High

aunTnanAesls 10-20 dB
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9 o as 31- 1
7.2 ganuzinlunIsAnEI98A5IAa b
y 7 . o ¥ "
LummﬂmiﬂmLﬁm‘a‘umu'luumﬂ@dnmﬁm'lumm%u%Lﬂumiﬂﬂtﬁﬂwuww:‘w
a . ;o | - v o Y ou o o
LTINS MICI’OQhOﬂe WALUBAIYITAUBAIHAUIANNINN muum‘mmLﬁm‘;‘umumumﬁ‘amumm

=

Aqluniran@euLUNaIqn ﬁnﬁqLwiﬂ:qm”l,uﬁmﬂmﬁmﬁ'mﬁi:ﬁmﬁm?umu’lﬁL'vhﬁ’u
FO AR LU AR AN N1 TaMAEILL Feedback ANC  UUL Multiple Channel
ieeannnisandelneds FXLMS Algorithm Az &ty anudadsanndny i uidaase
a1 uazLlsEinnAnTes Secondary Path (S(z)) vy Algorithm °lumi‘ﬂm|.z°4m?:3\uﬂuﬂmﬁ
iawlalunsdnmsiell  dwiugunsaffildlunimaassifednadu TulasTiu §1ina uas
witasnenedes Lﬂufqﬂmmiﬁﬁ@sg’luﬁmmmmﬁaiﬂmLﬂumm@uﬁqﬁﬂﬁﬂizﬁw%mwmmm
Aeainl#lifin 1 lEguUnsaififilszani nmgeana Iissananiwnisamdeesunawin 47

2

97U 4mFuuesa DSP (TMS320C50) HAdNa N0 un1sUsstaana warAIINIIAaudi

a

i3

s

n lutlaqiiuldfivasa DSP MAmaINsalunITUsEIaNe wazANAge ASminauda

L]

]

= ' = | P ] 2 v o v - aa
@ﬂVNENQ']FJW'E]nq?LﬁUUTﬂ?LLﬂTN LALUBIAINHNTIATAD U T IN LA ﬂqNﬂ'}?lmU'ﬂiﬂ DSP i

[l 1 v v
Use@nininingaazilinisanidassunouinléidng uszaunsnan@eldfdedu duiuanuide

TuemanuananazAnmAlgorithm uuulusiuda desiesldgunsninimaseiiissdninings

gl
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11.

12.

13.

14.
15,
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VANAITDI9DY

qiand nasudian, * mseenuuy uazaayaITevIMIAIUAUIABITUNIULDTAN
1AY7", 51001UMII90, aoniumaluTadwszaounamssuasiviie, 2543, nii 1-3.

M.O. Tokhi and R. R. LEITCH, "Active Noise Control”, Clarendon Oxford, New York,
1992

P. Lueg, "Process of Silencing Sound Oscillations”, U.S patent no. 2043416, June 1936.
T.K. Yeung and S.F. Yau, “Feedback ANC System using Adaptive Lattice Filters”, IEEE,
1998, pp. V186-189.

Yi Yuan and et. al., "Active Noise Control System for Attenuating Engine Generated
Noise”, U.S patent no. 5222148, June, 1993.

B. Riley and M. Bodie, "An Adaptive strategy for Vehicle Vibration and Noise
Cancellation”, IEEE, 1996, pp. 836-843.

K. Akio and et. al., "Active Noise Control System for Automotive Vehicle “, U.S patent
no. 5245664, Sep, 1993.

Jesway ingut uazamz,  szuuMdadygiusuniudiedaneiiu LMS  wu
TMS320C50", MsesumInerauma luladumiung, iguisw, 2543, w1 DS-51-DS-55.

S. Haykin, “Adaptive Filter Theory”, Prentice-Hall, New Jersey, 1986.

S.W. Smith, “The Scientist and Engineer's Guide to Digital Signal Processing”, California
Technical Publishing, California, 1999.

S.M. Kuo and P.R. Morgan, “Active Noise Control System Algorithms and DSP
Implementations”, John Wiley & Son, New York, 1996.

S.M. Kuo and et. al., “Design of Active Noise Control System with the TMS320 Family”,
Texas Instruments, 1996.

H. F. Oslon and et. al., "Active Noise Control System and Air Moving Device", in Proc.
Inter-noise, 1989, pp. 475-478.

TMS320C5X, "User's Guide", Texas Instruments, 1996.
TMS320C1x/C2x/C2xx/Cox,"Assembly  Language Tools User's Guide”, Texas

Instrument, 1995
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NANUIN N.

Tsunsui@sunisandesuuy Feedback ANClaald FXLMS Algorithm @1msu

TMS320C50

e e e e e ke e ek e ek ok ok ok ok ek ok e ok e ok e ke ok e e ok ke ok ke ke sk e ok ke sk gk ke ok ke ke sk ke ok sk ok sk ok ok ok ok ok sk ke ok ok ke e ke ok ke ok ke ok ok sk ok ok ok ok ek ke ok ok ok ok ok ok ok ke ok ok ok ok ok ok ok ok ok

* PROGRAM FOR ACTIVE NOISE CONTROL

* NOISE REDUCTION TYPE FEEDBACK CONTROL
.mmregs
.data

* VARIABLE ARE FOR ANC

* RELOADING OF THE "DP"

e ke sk e e o ke e ke ok ok ke ok ok 3k ok sk ok ok sk ok ke ok ok ok gk ok ke e ok e ok ke ok ok ok ok ok ok ok ke ok ok e ok ok e ok ok ok ok ok ok ok o ok ok ok ok ok ok ke ok ok sk ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ok ke ok ok ok ok ke

IT .word 10240 ;Number of iterations for H phase

GH .word 15000 ;Gain constant for the identification of H
GC .word 6000 ;Gain constant for the Control optimization
noislvl .word 2000 ;The level of the bipolar random noise or White Noise
IN .word 0

total word 0

counter word 0

offset word 0

PHASE .word 1

ouTt .word 0

ONE word 1

ERR .word O

Pred word 0

ERRxGH word 0

INXGH word 0



e e e e e e e e e e e e ke ok e e ke e ke ok ke e ke ek ke sk vk e sk e e ke ke ke ok e ke ke ok e e ok ok ok e ok ok ok ke ok ok ke ok ok

* AIC VARIABLE
TA .word 30

RA .word 30

B word 15

RB word 15
AIC_CTR word  19h
VPRD .word 1

e ek e e e ke ko e ke kK e sk ke ok gk ke ok sk ke ok e ok ok ok ok sk ok sk ok ok ok ok ok ok ke ok ke ke ke ok ok ke ko ok ok ke k ke ok ke

Random noise Generator
KA KAKKKAKRKIRKA KA A AR KA Rk Ak kA Ak hk kA hhkAkkhkhhkkkhkkkkkkkkhkkkkkk
seed .word 07e6dh ;seed for random noise generation

TEMP .word 0O

e e sk e ke ok ke ke ok ke ok ok ke ke ok ok ok ke e ok ok ok sk ok ok ke ok sk ok ok ok ok ok ke ok ok ok e ok ok ok ok ok ok ok ok ok ok ok ok ok ke ke ke ke

% e ek ke ok ok ok ke ok ok ke ok ke k ok ok k ok ok ok ok

% %k /\F{FU\Y/ * %k

ek e ke ok e ok e ok ok ok ok ok ok ok ok ok ok ok ok ok ke ok ok

Wprog .set 1c00h ;W(15) address in program memory
Wdata set 1c00h ;W(5) address in data memory
Wdata32 set 1c10h ;W(15) address for 32 bit coefficients
Sprog .set  1c30h ;H(510) address in program memory
Sdata set 1c30h ;H(510) address in data memory

YO set 1e2fh ;Y(0) address

Y255 set 1f2eh ;Y(255) address

D(s) .set 1f2fh  ;D(s)(-1) address



D(s)0 set 1f30h :D(s)(0) address

D(s)15 set 1f3fth  ;D(s)(15) address
X0 set 300h ;x(0) address
X510 set  4feh :x(510) address
X511 set 4ffh :x(511) address

kK ok ok ek ok ok ok ok ok ok ok ok ok ok ke ke ke e keok ke ke ok ok ok

** D(n) same as X(n)

e K e kK e K kK ek ok ke ek e ke ok ke ok ok ok ok

DO .set 300h :D(0) address
D32 set 30fh  ;D(32) address
D510 .set 3ffh :D(510) address
.sect "COEFF"
.bes 13312 ; (1f40h-1c00h)word * 16bits=13312 bits
sect "REF" ;
.bes 8192

hkkhkhkhkkhkhkkkhkhkkhkhkhkhkkhkhkkkhkhhkkkhkhhkhkkkhkhkkhkhkkkkhkkkkk
* Kk k

Set up the ISR vector

e e e Fe e Fe kK gk ke ke ok ke ke e ok ke sk ok ke ok ke Sk sk ok ok ke ke ok ke ke ke ok e e ok ok ok ok ke ok ok

.sect "VECTORS"

.space 2*16

int2: B COMM
.space 4*16

rint: B RINT

xint: B TRANSMIT
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e e e e e ke e e e e e e e ke e e e e e e e e ke ok ok e ok ok ok ke ke ke ok ek sk ke ok ke ok ok ek ok ok sk ok ok ok ok ok ok ok ok ok ke ok ke ke ke ok ok ok ok ok ok ok ke ke e ok ok e ke e ok ok ok o ke ok ok ok ok o ok ok ok ok ok ok ke ok ok

ok MAIN PROGRAME

e e ke e e ke e ok e e ok e ke ke ok ok ok ok ok ke e ok ke e e ke ok ok ok ke ke Tk ke ok sk ok sk ke ok ke ok sk ok e ok ok ek ok e ke ok ok e ok ke ok ok ke ke ke ok ok ok ok ke ke ok ok ke ok e ok e ke ok ok ok ok o ok ok ok ok e ok ok ke ok ok ok ok ok ok ok ok ke ok

text

SETC INTM
call  Init_DSP ;DSP INITIALIZATION
call  AICINIT ;AIC INITIALIZATION
call  Enab_INT ;ENABLE INTERRUPTS

WAIT nop WAIT FOR INTERRUPTS
B WAIT

% ok ke gk ke ke kK ek ke ke ok ok ke ke ok ke ok gk ok ke e ke ok ok ok ok e ok ok ok ok ok ok END OF MA'N e e e e Kk Kk kK ko ok ok ke ke g ke ok ke ke ke sk sk ok ke ok ke gk ok e ok kK ok ok ok ok ok ke

ek sk Sk ok ok ok ke ke ok ok ok ok Sk ok ok sk ok ok ke ke ok ok ok ok gk e ke ke ke ok ke ke ok ko ok ok ke ok

**** DSP INITIALIZATION e

e e K Kk Kk Kk ke kK ke ke ke ok ok sk ok ok Sk ke ok ok ok ok ok ok ke e ke ok ok ok ok ok ok ok ok ok ok

Init_DSP LDP  #0
OPL  #0834h , PMST
LACC #0
SAMM CWSR
SAMM PDWSR
setc OVM ;OVM = 1
SPM 0 PM =0
setc  SXM
setc  CNF ;CNF =1
RET

e ok e e e ke ke ok ke ok ke ek ek ok ok ke ok ok ke ok ke ok ok ok ek Rk ok ok ok ok END OF DSP INITIAL|ZAT|oN************k***************
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e e e e e ke e e e e e e e ke e e e e e e ke ke ke e ok sk ke sk ke sk e e e e ok e e e e e ok ok ek ok ok

**** AIC INITIALIZATION e
AICINIT: SPLK #022h, IMR  ;Using XINT syn TX & RX
SPLK #01h, PRD ;To generate 10 MHz from Tout
SPLK #20h, TCR
MAR *, ARO
LACC #0008h ;Non Continuous mode
SACL SPC ;FSX as input
LACC #00c8h ;16 bit word
SACL SPC
LACC #080h ;Pulse AIC reset by setting it low
SACH DXR
SACL GREG
LAR  ARO, #OFFFFh
RPT  #10000 ;and taking it high after 10000 cycle
LACC *,0,ARO ;0.5 ms at 50 ns
SACH GREG ;Restore GREG to 0000
lacc  #2448h
sacl  DXR ;secondary communication, we send the default
splk  #20h, IFR ;TA and RA value(18h). The AIC returns in primary
LDP  #TA
SETC SXM
LACC TA,9 ;Initialized TA and RA register
ADD RA,?2
CALL AIC_2ND



LDP
LACC
ADD
CALL

RET

AIC_2ND:

sach

intaicO bit
bcnd
splk
ADD

sach

intaic1 bit
bcnd
splk
SACL

intaic2 bit

#TB
mB.,9
RB, 2
#02h
AIC_2ND

#AIC_CTR
AIC_CTR, 2
#03h
AIC_2ND

LDP
DXR

IFR, 10
intaicO , NTC
#20h , IFR
#6h , 15
DXR

IFR, 10
intaic1, NTC
#20h | IFR
DXR

IFR, 10

#0

;Initialized TB and RB register

; Initialized control register
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bcnd intaic2 , NTC
splk  #20h , IFR
lacl #0
SACL DXR

intaic3 bit IFR, 10
bcnd intaic3, NTC
splk  #20h, IFR

RET

ke K e e e e e e de e e ek ok ok ok ok ok ok ok ok ok ok END Of AIC INIT‘ALIZATION %k kK ek ek K K ok ok ok ok ok ok ok ke ok ok

% Sk e e e e e e ek ok ok ok ok ok ok ke ke ke ke ok ok ok ok ok ok ok ok ok ke ok ok ok ke ok ok ok ok ok ok ok ke ok ke ok

ENABLE INTERRUPTS ****
Enab_INT SPLK #012h,IMR  :enable RINT and INT2
CLRC INTM :enable int

RET

e ok Kk ke ok ke ok ke ok ok ke ok ok ek ok ok ok END of ENABLE INTERRUPT % e e o K K Kk %k ok k kK ok ok ok ke ko

Fhhkkhkhkkhkhkhhhhkhkhhhkhkhkhkhhkhhhhkhkhkhkkhkhkhkkhkkhkhhhkhkhkhkhhkhkhkhkhhkhkhkkkhhkkhkhkkkhixkhkkhkxk
% % %k

DSP receives interrupt routine (RINT) e

Fe e e e e e ke e e e e e ke ke e ek ok ok ke sk ok sk ok ok ok ok ok ke ok ok ke ok vk ok ok ok sk e ke ok ke ke sk Sk ok ok ok ok ok ok e ok sk ke ke ke ok ok ok ok ok ok ok ok ok ok ke ok

RINT idp  #OUT :Send the value in "out" to
lacl ouT ;the data transmit register (DXR)
samm DXR

cpl #01,PHASE

bcnd Phasel,TC :AlC offset calculation
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cpl #02,PHASE
bcnd  Phase2, TC ;Identifiction of H
cpl #03,PHASE
bcnd  Phase3,TC ;control
*x o AIC OFFSET CALCULATION e
Phase1lacl #0 ;send 0 to the serial port transmit register
sacl  OUT :while calculating the register
lacl #1
add  counter
sacl  counter
lamm DRR
sacl  IN
lacl #200 ;Let go the first 200 sample in order for the
NEG ;AIC to stabilize
add  counter
bcnd END_IN, LT
lacl IN
add total :add 64 sample in "total"
sacl total
cpl #263 , counter
bcnd END_IN, NTC
lacc  total
bsar 6 .divide total per 64 to calculate the offset average
sacl  offset
lacl #0
sacl  counter
sacl  total

71



lacl #2 ;switch to identificagtion Phase (Phase?2)
sacl  PHASE
B END_IN

s e e e e o e K e Kk ok Kk ok ok END Of AIC Offset Calculation phase e % e e e e K K ok ok e e ek ke
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e e e ke e ek ke ke ke e e ok ko ke ok ok ke sk ok ke ke ke ok ke ok e ke ok e ok ok ke sk ok e ok ke ok T ok ok ke ok ke ke ok ke sk ok ke ok g ok ke ok ok ke ok e ok ok ok ok ke sk ok ok e ok ok ke ke ok ok e s ok ke ok o ok o o ok ke ok ok ok ke ok ok ek ok

o IDENTIFICATION OF S

% % Kk

Global Variables to configure:

o IT: Number of iterations for the Identification of H phase

e GH: Gain constant for the Identification of H

noisivl: The level of the bipolar random noise

ek e ok ke ok ok e ok ok e ke gk ok ke ok e ok ok ok ok ok ok ok ke ok ok ke ok ok e ok ok e ok ok e ok ok ok e sk ok ke ke ok ok sk ok ke e ok ok ke ok ok ok ke ok ok o ok ok ok e ok ke o o ok ok ok ok o ok ok ok ok ok ok ok ok e ok ok sk ok ok ok ok ok ok ok ok o ok ok ok ok ok ok

Phase?2
lamm DRR ;Read the value returned by the AIC
sub offset :Subtract AIC input offset
sacl IN
LACC seed, 1 ;Random noise generator
XOR  seed
SACL TEMP,?2
XOR TEMP<ns1:XMLFault xmlns:ns1="http://cxf.apache.org/bindings/xformat"><ns1:faultstring xmlns:ns1="http://cxf.apache.org/bindings/xformat">java.lang.OutOfMemoryError: Java heap space</ns1:faultstring></ns1:XMLFault>